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1. BE EDevice > Device Setting > SIP Normalization Script Configuration , A IBIE ST
, T BFT7Ro

SIP Normalization Script Configuration Related Links
B Save L;J—E' Impart File
@ Status: Ready

r SIP Normalization Script Info
*

MName tes_script

Description

Content®

M= {}
function M.outbound_INVITE{ms=g)
-- Replacing the Anonymous from From Header
local from = msg:getHeader("From")
local newfrom = string.gsub(from, "Anonymous”™ ,"1111")
msg:modifyHeader("From”, newfrom)

end
return M
e
Script Executien Error Recovery Action® Message Rollback Only r
System Resource Error Recovery Action® Disable Script T
Memaory Threshold* 50 kilobytes
Lua Instruction Threshold* 1000

instructions

| Save | | Import File |

2.8 /1 £ Device > Trunk.

BIEZERESENTrunk ( P& ) |
Enable Tracei®1& , ©i$EMNEHED
. ERABRE , %Tﬁiﬁqﬂﬁﬁ

FEZET
, AMEE R AE R

—MNormalization Script

BNREER LESECHEYNES
ﬁ“ﬁJE(SDL) BRI EES

E%O &E
BTN ER , I TERR. MEE

Mormalization Script | test_script

#| Enable Trace

Parameter Name

Parameter Value

r Recording Information

HSIPEFELBAEGT

HWRSIPERE , LAKERAEFESIPREER LNES
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UTREFEERNLER,

1. Efi F|Device > Device Setting > SIP Normalization Script , #27% #71#&New Script.
2. BfinE|Device > Device Setting > SIP profile, EEZEEAETHENSIPEERER , AEBAER
BESIPEERERREVHMIETE.
3. #£SIP Profile#yConfiguration B H £ , #XEEScriptMApply Configidt B EFl B & =R,
4. BB FDevice > Phone, EEEEAETHBNERLFAEINESHERHESIPRERESR
, RERET  EAGEYEBEFUEETENR.,

HER R RNETTH

ERAMMFAESIPRELIESCENFASENETERRAT ; SIPEREMNRELEBASIER.

FEFEE AESIPEENEFEMRTEGE(SDP) AR R HMSMAPIFHITRIENTEIEE,
THRLBEFXNRAESE

BsLURE
SR BUE I B B R SIP INVITE/REINVITES 8 #9From$R 5.

M= {}
function M.outbound_ INVITE (msg)
-- Replacing the Anonymous from From Header
local from = msg:getHeader ("From")
local newfrom = string.gsub(from, "anonymous" ,"1111")

msg:modifyHeader ("From", newfrom)

end

return M _

(43 ZRER

M={} HEABHHKL. MELREEERSIPEENEAR

- FER M ( smﬁé ) tHHHHlNVlTE/RElNVWE,éEE’JLuaFﬂ-to F a8
BI3AM.outbound INVITE(MSG) - peernussn 255095 IP 5 it 80 BB A B 50 0 BER 20

local from = o) [ 4ot b 455 880 TIZ - R 1 Bk 7
msg:getHeader("From") DESMEEERERFFomEENRE

getHeader CCMH A ARKRELHNENZ— , ARENEEHERNAR
string.gsub LuaBixX , ARREFEFEBBEAR

ERRE B, ZECCMHRE—ETAERR , ARMEHBERE

il ER AR R

WEE , R ASIP INVITE/REINVITEE B F IERCisco-Guide R :


/content/en/us/td/docs/voice_ip_comm/cucm/sip_tn/8_5_1/sip_t_n/4-sdp_api.html
/content/en/us/td/docs/voice_ip_comm/cucm/sip_tn/8_5_1/sip_t_n/1-overview.html

function M.inbound INVITE (msg)
msg:removeHeader ("Cisco-Guid")
end

return M

MMRE
#5F LUE I BRAS INFOT I8 B Allow BRI A R,
RABEHEEER R AT RBRER,

M= {}
function M.outbound_INVITE (msg)
msg:addHeader ("Allow", "INFO")
end

return M

BESDPRAZE

BEUAMNAPIFARIERSIPEERISDPAR, & TIEHSDP , B X4AFEASIPEEEH RIZHM
getSdp()APIftLua SIPE BB REBSDPRA X, A%, e ﬁ%TMEﬁ@%‘uﬂAPIE’J—?—$E
HIZVESDP, 1!*35151 SDP# A SIPH E¥15€h1§’-§ﬂ’]set3dp(sdp)APlIEIE ZISIPHE¥ R, BRIE
LEAPINEEMER , FFZ2BSIPEEAPI,

local sdp = msg:getSdp ()
-- modification of the SDP happens at this point
-- Update the SDP associated with the SIP message

msg: etSdp (sdp)

BHEE - R IBASG.722{RAEBR Na=IRENBEGT22 , REE,

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp()

if sdp
then
local g722_1line = sdp:getLine(" "G.722")



if g722_1line
then
--Replace G.722 with G722. The dot is special and must be escaped using %

when using gsub.

g722_1line = g722_line:gsub("G%.722", "G722")
sdp = sdp:modifyLine("a=", "G.722", g722_1line)
msg:setSdp (sdp)
end
end
end
return M
o3 ,N-L.\
FRATAR , BRENERE EEEE,

EERESER R ATrace Option , A ERFIESH RS ESDLAFRHIET,

REREOF
AR G0 T P A A R 1T R B
THR - EREESBRERERB IR

- MREFHARFREHIT (7ESDLAFHR E#Before Normalization/After Normalization ) , Bl

RARKETRIELREAIZEEL K NEFEEREFEER.

- REFABASEREBECUCMBRELE , B¥lua , EREATHNREZSRHYELETRSE.
- MRESHEERNT , BXKRETEMNENR , ARERESTHHPERAN L@, HERBIMEE

o

MR

- https://www.cisco.com/c/en/us/td/docs/voice_ip_comm/cucm/sip_tn/8_5_1/sip_t_n/8-trace.htmli
- https://supportforums.cisco.com/t5/collaboration-voice-and-video/a-guide-to-sip-normalization-

on-cucm-and-lua-scripting/ba-p/3099409

- BT B - Cisco Systems



/content/en/us/td/docs/voice_ip_comm/cucm/sip_tn/8_5_1/sip_t_n/8-trace.html
https://supportforums.cisco.com/t5/collaboration-voice-and-video/a-guide-to-sip-normalization-on-cucm-and-lua-scripting/ba-p/3099409
https://supportforums.cisco.com/t5/collaboration-voice-and-video/a-guide-to-sip-normalization-on-cucm-and-lua-scripting/ba-p/3099409
https://www.cisco.com/c/zh_tw/support/index.html
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