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— Status

® Status: Ready

—Trunk Information
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=Status

@ Statuz: Ready
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Product: SIP Trunk
Device Protocol: SIP
Trunk Service Type None{Default)
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Device Poolsd Default -
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Calling Party Transformation CSS = None = -
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Calling Party Selection™ Originator -
Calling Line 1D Presentation® Default -
Calling Name Presentation® Default -
Calling and Connected Party Info Format™® Deliver DN only in connected party -

I = directing Diversion Header Delivery - Outbound
Redirecting Party Transformation CSS < None = -
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Wideo Call Traffic Class*® Mixed -
Calling Line Identification Presentation® Default -
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| Allow Presentation Sharing using BFCP
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-SIP Trunk Security Profile Information

Name* Mon Secure SIP Trunk Profile
Description Mon Secure SIP Trunk Profile authenticated by null String
Device Security Mode Mon Secure -
Incoming Transport Type * TCP+UDP -
utgoing Transpart Typ TCPR
__|Enable Digest Authentication T
Nonce Validity Time (mins)* LS

¥.509 Subject Name
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