GE)

CHAPTER 4

SDP API

IOk varTiE, By variEd e hav (SDP) Oz T Y ARIIEEM T S vz AP IC
DOWTHHALET, SIPAvE—Y A7 V=7 MEFRARY, SDP XEARNZR TSI E LTHbiLE
T, TnEFEHLT, 227 V7 MEREE Lua XFH T A4 77 U ofEERIAT L EnTExET,
Lua X5 T4 77 VEEICIMZ T, A2, SDP DBIEEZFEZHITT D020 20D API b1
L F9, Cisco APLIZXFAHN T A7 7 VICEEEMINFET,

7272 L, A2 U7 FCSDP AHIETAHICE, £ SIP A vk —Y £ 7 V=7 FTREES LD getSdp()
API ZMH LT, LuaSIP A vt —Y A7V =2 bnb SDP 207 VY AKX EZRSETHILENH Y F
T TO®RIT, AV VT RTLAaD API 2B 0 XFHNTA 7TV 2 LT, SDP ##{ETZ £,
EETDHE, SIPAvyE—U FT7 V=7 MZXoTHRfES LD setSdp(sdp) API A LT, SIP A v
=Y AT V=2 MISDP RESREINET, ZHD APLICHET 2REMIC OV TIE, SIP A v & —
VAPIEZZRL T 7EE W,

-- Get the SDP content body from the SIP message

local sdp = msg:getSdp ()

-- modification of the SDP happens at this point

-- Update the SDP associated with the SIP message
msg: etSdp (sdp)

SDP ZH#{E+ D720ic, Y AaTiE, fllx ORROERE, BFE, B, A, HIEROZHO APL, 72
BUNCTRTDOAT 4 TR EARM L E9, ZOEDOLBEDOES T, Cisco APT IZOWTHH L £
‘é—o

SDP DIEE DT EfS U CHEMET AI121E, 1TE2#BBIT 2 FEAMLETT, A7 U7 MEREIX, B
72 SDP #1EAT A L) Ik A 2 LR ENET, Lo T, EFILD7=DIZ SDP Otk %
Ho TR ZENRKEBMETE, RARETIZARWVICL TS, 27 SDP 21EH S8 2 0LfH T
b FEFA, B2 SDP ZH#ET A Z LB AEETT, INOHOEEZSHEICEWT, XFIN—2D
Ta—FPRFES LTV ET,

SDP Z#{Ed 5729 @ Lua APl i3, K& DFDHL 20007 I VICHEEINET,
o fTLULdD API: Z D —# D APL %, SDP WOITHEUG L TEETE A X127 >TWET
o AT ATRIBL LD APl : ZDO—#HD API 1%, ¥ ED AT 4 TR 2 EIET 57200 H DT,

Ty vay LoULOITORERMEICIE, TL~ULO—H#O AP 2 L, A5 ¢ 7l O#F/EICIE, A
F 4 TEIR L DO—E#D API A L E 4,

T2 BIET DI OIRET SN —H O APLI OBIEMGIT, By ay LYULOITORIZRES D D
FTEHY EEA,

| oL-28326-01-J
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ITLANILD API

Cisco API

W DIT LD Cisco API 23 H R[RE T,

e getLine( start-of-line , line-contains)

¢ modifyLine(start-of-line, line-contains ,new- line )

¢ addline(new-line)

¢ insertLineAfter( start-of-line, line-contains, new-line)

¢ insertLineBefore( start-of-line, line-contains, new-line)

e removeLine(start-of-line, line-contains)

NS A—A DA
*—A

&8

sdp /37 A —2%, SDP O A~ 2378 Td, Hl#Esey (M), Nnj 72 L)

BT RTELET, API TiX, sdp /XT A —F D SDP W& #HIT 5 Z &1
<, XFFIRRICHNET, A2 V7 MERE L, APLI I LT, SDP
D—Fsy (Tl z2iF, HEFAT T d) ZBETESET,

start-of-line

start-of-line /X7 A — %%, sdp NDITORIAL —H I L DITHEHT L
FHITE, =R A7 V7 T, 72k X, To=) la=rtpmap:9) % H
LT, ZOXFHNTIHED SDP OEHIDOIT 2 TG/ LH /FHA/HIFRTE £,
CDXFHNITIHE DITNEBFET 25 A 13, BAOITIET R #BEd S L 720
ESraN

Z DT A—H X, <char>=<string> & W I BRI 2> TWiiFiude vy £8
oo DED 2XFHPMLTES TR TRV EHA, ZONRNTFA—FRZ
DIERUT/2 > TOZRWEEIE, Tnil) RNiRSHET,

line-contains

line-contains /. [start-of-line] /X7 A —% TIAEDITHNTHET L. BINOD
—ERME LTSNS XFHNTT, nil BEEEINTWSEA.
line-contains (3 —& 5/ & LI S EH A, £DOHA . start-of-line
NG RA—=FIETRRBICHERINET,

line-contains 7% nil T2\ 4, start-of-line & line-contains O i J7 73 1 5%
WA ESNES, (H)) MREMEIC—ET % SDP DITHNEEH 2546, &)
DO—HETNHENET,
ZONRFA—FTHEETDHZOEMO—BSEMENLERWEEIX, L LT
Mil] 8|2 L CTETLERD D £,

new-line

new-line 1%, M7 sdp GERE 7= sdp) (ZEIN/Ffi AT 5 30750 TF

EFED API TlIARTFA—F 2 XTI ELTHNVET, 20D, Eyiay LXALDITEAT 4T L
SOV DITOM G HBETEET, TRy a sy LU AT 47 Lo s U TEMER LD 5 2
LiIE—UH Y ERHA, FHIC—HTIITERET DI, &7 3 \n (7213 \r\n) THRDDLILDO L LE

B

RIA=FZRNOLFFINTILb Lua D (Y v 7 v 77 %] LIFRRINEEL, TRTOILTFA,
BRZREWRIT R, - Ee LTHRbNRET,

*

l FASEMA SIP BBRMS S VERLALS F
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getLine

modifyLine

(E)

sdp:getline (start-of-line, line-contains) returns string

DAYy T sdp WO start-of-line THART 217D 9 6. 54 line-contains % & T f) DT
PR EINET,

Bl : O—hLZEHZE, SDP HhioD c TTOEICHELFET .

RA9ITk
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp ()
if sdp
then
local ipv4 c line = sdp:getLine("c=", "IP4")
end
end
return M

ry—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88
s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24580 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

Hh I #HR

Local variable ipv4 c¢ line is set to "c=IN IP4 172.18.197.88\r\n"

sdp:modifyLine (start-of-1line, line-contains, new-line)

ZORAYw RiX, start-of-line THE D [sdp) OHAIOITAMHE L E T, line-contains /X7 X — & »
nil TRWVWIEEIE, ZOEBITRNICHFEL TWHRERDH Y 7, —FT 21T TR TXFE2ED) 1
new-line X7 A —% CTEXHz bnE T, Hohi sdp BRI NET,

BT DITBRAONERVGEIE, JTO sdp BAREFEO RS NET,

SDP O J/L— ) VIZHE D 7291, new-line (21X \r\n (E 721X \n) THERT T2 XFANEZFFOH LAICHEET
HLEBHELET, 2—T 4 VT I Lo TUTR T UERNRFI SN Z L1EH Y FHA,

| oL-28326-01-J
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Bl : ROA—FIE, a=170 G.722 Aa—TFv %2 Fvy FaL®D G722 ITEELEY,

ATk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then

local g722 line = sdp:getLine("a=","G.722")

if g722 line
then

--Replace G.722 with G722. The dot is special and must be

o

--escaped using % when using gsub.
g722_line = g722 line:gsub("G%.722",

sdp = sdp:modifyLine("a=", "G.722", g722 line)

msg:setSdp (sdp)

end
end
end
return M
Fyt—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 23588 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G.722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

Hh I #HR

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 23588 RTP/AVP 9 0 8 18 101

a=rtpmap:9 G722/8000

a=ptime:20

W BASEMA SIP BBRESELUVERLEACF
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addline

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

sdp:addLine (new-1line)

DAYy Rk, SDP ®KJEIZ new-line Z B L £7,

SDP D b—VIZHE 9 72812, new-line (213

\r\n (£7213\n) TR T T2 XLFHEFOE LM TRETS2ZEE2HELES, 20 APLIC Xk - TiT

HTXFNEEISND ZEEHY £EA,
%l : SDP OREIZEEITEZEMLET,
Ry )Tk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
sdp = sdp:addLine ("a=some-attribute\r\n")

msg:setSdp (sdp)

end
end
return M
ryt—

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88
s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24690 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

Hh/#HR

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0
o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88

| oL-28326-01-J
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s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24690 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

a=some-attribute

insertLineAfter

sdp:insertLineAfter (start-of-line, line-contains, new-line)

DAYy T, line-contains /X7 A — X PMHEE S LTV 2HE . sdp WD start-of-line THA4A
247D 5 B line-contains b ZTeRAOITEML L ET, WIZ, R20->74TD#%IC new-line ZHfA
LET.

%l : SDP MM la=] & U IG729] #HDOTORIZ1 THALET,

ARy )Tk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp

then
sdp = sdp:insertLineAfter ("a=", "G729", "a=ptime:30\r\n")
msg:setSdp (sdp)

end
end
return M
rAyt—T

INVITE sip:90l@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 21702 RTP/AVP 18 101

a=rtpmap:18 G729/8000

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

HAh/ R

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp
v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

B#EEM SIP ZRES LK UERELS F
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c=IN IP4 172.18.197.29

t=0 0

m=audio 21702 RTP/AVP 18 101
a=rtpmap:18 G729/8000"M
a=ptime:30

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

insertLineBefore

sdp:insertLineBefore (start-of-line, line-contains, new-line)

Z®ORA Yy FTIL, line-contains /X7 A —Z BFEE STV DH5E . sdp WO start-of-line THHAAT
247D 5 B line-contains b E ik MIOITARL LET, WIT, D> 71T DRI new-line & A
LET,

5l : SDP AD Ts=] fTORIIZ1 THALET,
ATk
M= {}

function M.inbound ANY INVITE (msg)
local sdp = msg:getSdp ()

if sdp

then
sdp= sdp:insertLineBefore ("s=", nil, "e=nobody@cisco.com\r\n")
msg:setSdp (sdp)

end
end
return M
Fye—T

SIP/2.0 200 OK
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 17774 RTP/AVP 9 101

a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

Hh 1 #R

SIP/2.0 200 OK
Content-Type: application/sdp
v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
e=nobody@cisco.com

BARE SIP J@AtES K UEREHA K
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s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 17774 RTP/AVP 9 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

removelLine
sdp:removeline (start-of-1line, line-contains)

ZORAYy FTIL, Tine-contains] /N7 A —ZBHEEINTWDHE, Tsdp) WD Tstart-of-line] T
BitGd 5170 95 5. [line-contains] ZH ek MOITHME LET, —H L721TI1L sdp 2O HIBRS U E
\?‘O

fil : Ta=rtpmapl & G729 OWMAEELIT# SDP MBI LET,

Ay )Tk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp()

if sdp

then
sdp = sdp:removeline ("a=rtpmap:", "G729")
msg:setSdp (sdp)

end
end
return M
ry—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 25328 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

HAh/ R

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0

B#EEM SIP ZRES LK UERELS F
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Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 25328 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

A T4 TRBLARILD API

SDP A7 47 L~ULTO SDP OHE & BAEICEA IS APLIZKRD LBV T,

SDP ol
WD SDP OFITiX, Ty ay LULDITIERETRL, AT 47 L LOfT2HERTRLTWVE
\?AO

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

EDOSDP OBITIE, AT 4T LD VT v 7 AXFQILIR>TWET, AT 47T LU [1]1,
ERAT AT OB TT, AT 47 L2101, BT A4 AT 4 T7OREBTT (BFIETRLTHEYE
/\/)O

ATy AFTRT I WBHMEVET, LERST, BYOAT 4 TiRIEA T v 7 A1 TH,
2OREA Ty A2 Ll LIBEbLREETT,

AT 4 TR LAV T, RO APL AMERTE £
e getMediaDescription(media-level)
e getMediaDescription(media-contains)
¢ modifyMediaDescription(media-level, media-description)
¢ modifyMediaDescription(media-contains, media-description)

¢ addMediaDescription(media-description)

| oL-28326-01-J

FR#EEMA SIP ZBREBSUVERLEAIF W
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¢ insertMediaDescription(media-level, media-description)

e removeMediaDescription(media-level)

¢ removeMediaDescription(media-contains)

NTA—2 DA
N A=A

SitEA

sdp

sdp 7Y =7 M, SDP O Ao =3 F5 ¥, HECF (M), Nny 72 &)
bITNTELET,

media-level

media-level /¥5 XA —% (%, SDP D AT 4 TR A2 BB+ 57-DIEH SN
BAVTIATE, AT w7 A%, 1 BEY E3, SDP AOHRYID A
TATRBRE, AT 47 LUV 1 T, 220HIEAT 47 LUV 2 T, MK
HREE T,

media-contains

media-contains /X7 A —# X, mITHNT—BXZ%E Bl : AT 47 XA 7)
BT 572D 2 3XF5 T,

7= & 2%, audio. video, message 72 A AL T, BRIC—EKT D
media-contains % m 1TICE T, BN —ET D AT 4 7ol & BfG, E1E,
FIFHIBRTE £,

media-description

media-description /37 A — X%, FERBRAT 4 Tl E T XFHTYT, &
BT 6730 MERIDIALGIE ST (Nl BEG Nn)) 2EFHFET,

BEOITIE N\\n) TRTSEDLZZEEWBCHRELET, 2720, Zhbo
API 28T 5 AT T % 2 FMRIET, T2 boBRIcE L THlflan s
N—I—8H 0 FHA, KB, BEIZL> T, STOERREIC \r) BE
FNRNVEELHD ET, TNEMBERTIANE LTI ZEITED, WT
NOTr—2Z b WT D7D E R RERIRIE L, SBl22 202X AL
MClEICERT b TEET (e 2iE, '\l & Nn) I2EHBR L
D, FOWICEHRLI-VTEHZLIIFNIEERETIIHY /A),

WOILFHNE, FERIRAT 4 T ik O—HITY,
"m=audio 18884 RTP/AVP 9\r\na=rtpmap:9 G722/8000\r\n"

PIBeT. & AT ¢ 7BE API OZEHIC DWW TaiB L E 7,

~

GE) A>T w27 A (DFY media-level) 1T, T 1 nHIAEY £

getMediaDescription(media-level)

getMediaDescription (media-level) returns media-description

O APLIX, fRELTZAT 47 LULDORFED AT 4 Ttk # G T 2 DIEA L £,

Bl: O—HILERE. BRYDA T« 7TRABDEICHELET .

A9 YTk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then

B#EEM SIP ZRES LK UERELS F
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local ml = sdp:getMediaDescription (1)

end
end
return M
ry—o
v=0\r\n

o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

Hh I #HR

Local variable ml is set to a string

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

getMediaDescription(media-contains)

getMediaDescription (media-contains) returns media-description

Z ® API i, m 1TIZ media-contains & 2RI —HT A D EFFORFED AT 4 Ttk BT 2 DIz
FRLET,

GE)  #EOmiTHA—%T 584 1E. media-description & — T 2HKRHIDO AT 4 TR T ERENE T,

Bl : O—AHLEEZE. m TS Taudiol EVVSTHFR FEEBURIDA T« 7HRBDEICHEL F
ER

R YTk
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp ()
if sdp
then
local audio = sdp:getMediaDescription ("audio")
end
end
return M

BARE SIP J@AtES K UEREHA K
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ryt—o

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

Hh /R

Local variable audio is set to a string

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

modifyMediaDescription(media-level, media-description)

modifyMediaDescription (media-level, media-description)

O APLIE, BBELTEAT AT LNLVDOREDAT 4 TR ZEIET 2 DIEH L ET,
fil : Ta=ptime:20\n\n] ST TEBFAT « 7B SHIBRLET

A9 YTk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp()

if sdp
then
local ml = sdp:getMediaDescription (1)
if ml
then
ml = ml:gsub("a=ptime:20\r\n", "")
sdp = sdp:modifyMediaDescription(l, ml)
msg:setSdp (sdp)
end
end
end
return M

ERERFDAyE—D
v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 0\r\n

W BASEMA SIP BBRESELUVERLEACF
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[2]

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

m=video..

EREROA v -

After normalization, the SDP would contain:

[1]

[2]

v=0\r\n

o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n

c=IN IP4 172.18.195.126\r\n

t=0 0\r\n

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n

a=rtpmap:18 G729/8000\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

m=video..

modifyMediaDescription(media-contains, media-description)

modifyMediaDescription (media-contains, media-description)

Z® APl IE., m 1TIC media-contains & FERIC—HT LM E/HORHED AT 4 TRBEZELET D DI
ERALET, B0 m T8 —8T 25451, media-description & —ET 2 HAD AT 1 77T 2
BEEND Z EITERLTIEIN,

il : Ta=ptime:20\r\n] #&ELITEEFEAT 4 FREBNSHIBRLFET
RO YTk
M= {}

function M.outbound INVITE (msg)

local sdp = msg:getSdp ()

if sdp
then
local audio = sdp:getMediaDescription ("audio")
if audio
then
audio = audio:gsub ("a=ptime:20\r\n", "")
sdp = sdp:modifyMediaDescription ("audio", audio)
msg:setSdp (sdp)
end
end
end
return M

EREFDOAyE2—2
v=0\r\n

o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
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c=IN IP4 172.18.195.126\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

EREEDOA v E—D

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

addMediaDescription(media-description)

addMediaDescription (media-description)

ZDAPLIZ, | DDAT 4 TRRBEREDAT 4 TR E L TEMT DDA LET,

B -
ZORAZ YT RE, FHEINVITE 2o T4 AT 4 TRzl L T, RELET, ZOXZ7 U T |

BIZOWTHE, ZORZ YT NI, SN TWAHAET A AT 4 7k zBE L. A— F& 0 IZRE
LT, 2D AT 4 TRtk & %{5 SDP (ZBML £,

A9 YT r

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local video = sdp:getMediaDescription (2)
if video
then
--remove the video media description
sdp = sdp:removeMediaDescription (2)
--store video media description
local context = msg:getContext ()
context ["video"] = video
msg:setSdp (sdp)
end
end

end
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function M.outbound ANY INVITE (msg)

local sdp = msg:getSdp ()
--assume other side is expecting video before audio when there is
--a video m-line in the SDP

if sdp
then
local context = msg:getContext ()
local video = context["video"]
if video
then
--set port to zero in SDP answer
video = video:gsub ("video %d* RTP", "video 0 RTP")
sdp = sdp:addMediaDescription (video)
msg:setSdp (sdp)
end
end
end
return M

FRIEFDA v E&—2

INVITE SDP

[1]

v=0\r\n

o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n

c=IN IP4 10.10.10.100\r\n

t=0 0\r\n

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

m=video 32068 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n

a=rtpmap:112 H264/90000\r\n
a=fmtp:112

profile-level-1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n

a=rtpmap:113 H264/90000\r\n

a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n
a=rtpmap:114 H264/90000\r\n

a=fmtp:114 profile-level-id=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n
a=sendrecv\r\n

\r\n

200 Ok SDP

v=0\r\n

o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n

c=IN IP4 10.10.10.200\r\n

t=0 O0\r\n

m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

\r\n
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EREEDOAvE—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

200 Ok sSDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 O0\r\n
[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
[2] m=video 0 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n
a=rtpmap:112 H264/90000\r\n
a=fmtp:112
profile-level-1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n
a=rtpmap:113 H264/90000\r\n
a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n
a=rtpmap:114 H264/90000\r\n
a=fmtp:114 profile-level-id=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n
a=sendrecv\r\n

\r\n

insertMediaDescription(media-level, media-description)
insertMediaDescription (media-level, media-description)

ZOAPLIZ, FBELIZAT AT L-ULD AT ¢ T A BINT2DIHER L £,
Bl: Avt—2 AT T7RiBE. ThH SDP AORD A T4 PRRBICEDLSICHEALET

RA9ITk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp

then
local message = "m=message 1234 sip:alice@10.10.10.100\r\n"
sdp = sdp:insertMediaDescription(l, message)
msg:setSdp (sdp)

end

end
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return M

EREFIDOA v E—D

INVITE SDP .

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

FERIEEDA v E—D

INVITE SDP .

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O0\r\n
[1] m=message 1234 sip:alice@10.10.10.100\r\n
[2] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

removeMediaDescription(media-level)

removeMediaDescription (media-level)

ZOAPLIE, BELIEAT AT LNXALDAT 4 TR EHIRT 201 H LES,

il -
addMediaDescription(media-description) TSN TV D HIZ ML TS ZE W, 2 OHFIL,
removeMediaDescription Hf#H L T\ E T,

removeMediaDescription(media-contains)
removeMediaDescription (media-contains)

Z @ API iZ. m 1TIZ media-contains & 52— T DD EFFORFED AT 4 TR 2 HIFRT 2 DI
ERLET,

GE)  #EOmiTHA—%KT 58HA 1. media-description & —FTDRHD AT 4 TR T BHIBRS L E T,

BARE SIP J@AtES K UEREHA K
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B -

ORI YT NI, EEINVITE "L ET A AT 4 TRRBZHIBR LT, tREFELET, ST 2REIG
BIZOWTIE, 207 V7RI, BHENTWAETE AT 4 TR ZEREL, R— 1% 0 ICHRE
LT, £DRAT 4 Titak & %{g SDP (&8 L E£7,

ATk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp()

if sdp
then
local video = sdp:getMediaDescription ("video")
if video
then
--remove the video media description
sdp = sdp:removeMediaDescription ("video")
--store video media description
local context = msg:getContext ()
context ["video"] = video
msg:setSdp (sdp)
end
end

end

function M.outbound ANY INVITE (msg)
local sdp = msg:getSdp ()
--assume other side is expecting video before audio when there is
--a video m-line in the SDP

if sdp
then
local context = msg:getContext ()
local video = context["video"]
if video
then
--set port to zero in SDP answer
video = video:gsub ("video %d* RTP", "video 0 RTP")
sdp = sdp:addMediaDescription (video)
msg:setSdp (sdp)
end
end
end
return M

FRIEFDA vy E&—2

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video 32068 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n

BAREF SIP JZ@tks K UEREH A F
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a=rtpmap:112 H264/90000\r\n

a=fmtp:112
profile-level-i1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n

a=rtpmap:113 H264/90000\r\n

a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n

a=rtpmap:114 H264/90000\r\n

a=fmtp:114 profile-level-i1d=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n

a=sendrecv\r\n

\r\n
200 Ok SDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 0\r\n

[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

EREEDAvE—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

200 Ok SDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 0\r\n
[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
[2] m=video 0 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n
a=rtpmap:112 H264/90000\r\n
a=fmtp:112
profile-level-1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n
a=rtpmap:113 H264/90000\r\n
a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n
a=rtpmap:114 H264/90000\r\n

BARE SIP J@AtES K UEREHA K
| oL-28326-01-J .m



48 SDPAPI |

a=fmtp:114 profile-level-i1d=42400D;packetization-mode=0;max-mbps=11880;max-£fs=396\r\n
a=sendrecv\r\n

\r\n

B#EEM SIP ZRES LK UERELS F
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