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Survival Remote Site Telephony(SRST)/\—20 3 2 2.0L4 & & Media Gateway Control
Protocol(MGCP) 7 # —J)LIXY JDOEAENT— R I IAICBREE N TVBIFERF. XOMGCP7 T
— LA —N—DOBEOVTIhHAZHERIZDLEHIC, CORFIXNEFALTLSEZTL,

. Foreign Exchange Station(FXS)7/R— N LOBFEH TR A VI N—2FBE ARV, TG
Foreign Exchange Office(FXO)R— N EZIKISDND > I &2 N L TCEEI-IIERETELZV

T I=LF-N"RRTE. MGCP7 #—JL/INY VRICREE NIEMGCPT' — U I A (ICxt
LT, BAYILA2FADD)TEEI-IINEREITZIERFTEXREA

Bl iR SR

B
CORFIXVNCHBOEHEH EE A,

FATAIIR—Fb




CORFIXVRNOBRIRDYIRIIF7 N—23VCHEIVTLVET,
. Cisco I0SPY 7 R T 71U JU—R12.2(11)TEABE
RoE

RFIXDRNREOFHME, RO TIZANTAYVTAORREE 2ZRLTLEE,

FXSR—BMTHAVYIb—2FBcABV, EREEFFXOR—BME
EEISDNU > VBB TEEI-ILEZERETELLD

COBBIEOVWTR, COEI>ZaVTHLIHALET,

AAVIN=HFBZABVFXSKR—NICEFRNIRTIEND D, FXOR—NELEIKISDNY > &
ERBALTBEEI-IIE2RETEEEA. CDELDIBFEE, ChIFBEETZ —REFH—ER
(POTS) ZAVILET7 DT TRHREENET,

dial-peer voice X pots
application mgcpapp

¥ :CiscolOSY 7RI TT7 U —R12.3(7)TAE T, PRINY I9K—I)LZ2HR—KTB
POTSA 1 ¥ )LE 7 (Capplication mgcpappI~X > RZBERATAD LR TEXRH A,

CORATE, KOEISIBIT—XYE—IACiscolOST—RIVITA DOV —)IICRREIE
ERD

*Mar 1 20:41:58.571: $CALL_CONTROL-6-APP_NOT_FOUND:
Application mgcp in dial-peer 10 not found.
Handing callid 13 to the alternate app.

7 : CiscolOSY 7 kT TF7 1) —A12.4(8c) A T, application mgcpappd N> RAFEAE

I23%E

CORRATEE, KDRSBEEXY E—THCisco IOST— R I ITANAY Y —)LIZRRENET

o

Warning: This command has been deprecated and will be automatically
converted to the following:
service mgcp

Cisco IOSY 7 NI T T 1)) —R12.3(7)TLABR T, application mgcpappd N> RZPOTSH 1 ¥
LETICHEATAINETREHYEEA,

BRRTT %

1: JE— Mt M3 )LCisco CallManageric ##iE hi=7 5> F#7 1 ADCisco IP Phone
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. ~ ini
_ Central
#4 Cizco IP Phones Cisco CallManager
PCs ﬁ

Cisco CallManagerlc 7 7 2 ATE B VWHEE, EFE#E I ICCiscoBFI—XEFEATE
F9, ROVThHANFRETDE, EFHIFESRSTE—RIZEYET,

. FRH 4 N DCisco CallManagerN DWANU >V O KX I LET,
. Cisco CallManager\ DiEHEHF kD NEL =,

SRSTZEATDE., WANUZIOATY TIREICKDET, £FEFEMZ Cisco CallManager|c
BERTEDET, 77 0F AT 1 RAOEF R ES|IEREMEES BRI ZENTEET,

COREERRTDICE. COEIIIAVTHBTZY1—3a>0VThAEEALET,
RIRE 1

M—BFFTANRTTUr—2avc 74—y 233k, FO0—-NLA> T4 F1L—
23 E—RTROITY REZELET,

CiscolOS V7 hox7 UI)—RA12.3(13)T LRI DHE :

R(config) #call application alternate default

CiscolOS V7 hoxF7 UI)—RA12.314)T LABDEE :

R(config) #application
R(config-app) #global
R(config-app-global) #service alternate Default

MGCPT7 7'V —2 a2V AERATERWEE, T7AINRNTTIT—3 A6 ERERT,

BRRE 2



7A=Y OE—RTHERATRICE. BIOPOTSEAVIET (F7ANNTTVr—>3>
H323 ) ZER TR HBEN B ET.

7I—=LFA—-N—RELCHBLE, DID ZEAL T MGCP 7' —
RYVIAANDBEI-NZZEFETEZL

COBBIEOVWTE, COEIZaIVTHLIHALET,

7I=)INA=N—"RRATE, MGCP7 I —)IA-N—RICREETNEMGCPT— I I AICHL
T. DDZFEALTERI-—LEREITZI LRI TELREA, BENH>TE, EFHIBRYE
Bh. RIC. COBEZEFT TS & EICisco I0ST—NT I 4 THEMAT Sdebug isdn 93117
Y RoflERLET,

EERR A

*Mar 1 20:53:33.511: ISDN Sel/0:15 Q931: RX <- SETUP pd
= 8 callref = 0x000A
Bearer Capability i = 0x8090A3
Standard = CCITT
Transer Capability = Speech
Transfer Mode = Circuit
Transfer Rate = 64 kbit/s
Channel ID i = 0xA98381
Exclusive, Channel 1
Calling Party Number i = 0x00, OxA2, '5000'
Plan:Unknown, Type:Unknown
Called Party Number i = 0xCl, '5002'
Plan:ISDN, Type:Subscriber (local)
*Mar 1 20:53:33.543: ISDN Sel/0:15 Q931: TX ->
CALL_PROC pd = 8 <callref = 0x800A
Channel ID i = 0xA98381
Exclusive, Channel 1
*Mar 1 20:53:33.543: ISDN Sel/0:15 Q931: TX -> CONNECT
pd = 8 callref = 0x800A
*Mar 1 20:53:33.595: ISDN Sel/0:15 Q931: RX
CONNECT_ACK pd = 8 callref = 0x000A
*Mar 1 20:53:40.045: ISDN Sel/0:15 Q931: RX <-
DISCONNECT pd = 8 callref = 0x000A
Cause 1 = 0x8090 - Normal call clearing
*Mar 1 20:53:40.057: ISDN Sel/0:15 Q931: TX -> RELEASE
pd = 8 callref = 0x800A
*Mar 1 20:53:40.073: ISDN Sel/0:15 Q931: RX <-
RELEASE_COMP pd = 8 callref = 0x000A

BRRTT %

CCTE., CORBEICRTARYYI—a EHMICHBELET,

A

BIE I HPOTSH A VIILET7 TRDREZIT 2L ZBRIEITILEN BV XTI,

dial-peer voice X pots
application mgcpapp
incoming called-number .



direct-inward-dial
port 1/0:15

¥ :CiscolOSY 7 R TTF7 V) —A123(7)THE T, PRINY VR—I)L&EHR—KTS
POTSA 4 ¥ )LE 7 (Zapplication mgcpapp 11X > RZBERATD LR TEELE A,

B HEHZRICRLUET,
RE B

isdn switch-type primary-net5

1

!

ccm-manager fallback-mgcp
ccm-manager mgcp

ccm-manager config

mta receive maximum-recipients 0
!

controller E1 1/0 . pri-group timeslots 1-12,16 service
mgcp

1

controller E1 1/1
!

1

!

interface Ethernet0/0

ip address 10.48.80.9 255.255.255.0
duplex auto

speed auto

!

interface Seriall/0:15

no ip address

no logging event link-status
isdn switch-type primary-net5b
isdn incoming-voice voice
isdn bind-13 ccm-manager

no cdp enable

1

!

call rsvp-sync

!

call application alternate DEFAULT

l-—- For Cisco IOS® Software Release 12.3(14)T or later,
this command was replaced by the service command in
global application configuration mode. application
global service alternate Default Refer to Solution 1 for
the command syntax. ! voice-port 1/0:15 ! mgcp mgcp
dtmf-relay voip codec all mode cisco mgcp package-
capability rtp-package mgcp sdp simple ! mgcp profile
default ! ! ! dial-peer cor custom ! ! ! dial-peer voice
10 pots application mgcpapp incoming called-number .
destination-pattern 9T

direct-inward-dial

port 1/0:15

call-manager-fallback




limit-dn 7960 2

ip source-address 10.48.80.9 port 2000
max-ephones 10

max-dn 32
dialplan-pattern 1 704.... extension-length 4
keepalive 20

default-destination 5002

alias 1 5003 to 5002

call-forward busy 5002

call-forward noan 5002 timeout 12

time-format 24

!

!

line con 0

exec-timeout 0 O

line aux

X BREBI-I)INDIFEE. destination-patternZRET DX EF HWET,

BEARWESRSTZRE TS FIRZHAL LAY R—

hIZAZFTAQEFANDI T %R

ICRULET . EXSRSTORE

Configuring Basic Survivable Remote

Site Telephciy (SRST)

Segvamnesa Cheng

e TTTTTIUIIHe®

s

C T,

—Z®D show AN REZIRTYN A EZ—=—TVEZY—=)LICL2THR—

RENELKHBELTVR L Z2BBIZLEHICHEATIRBERLET,

hEATVERT (B

BI1—HYEAH), COY—IEZFHAITREICLS2T, show AN RBEHOOHERERTT

XY,

. show call-manager-fallback all:Cisco CallManager”7 # —J)L/\Y JHOXY KDO—JADO TN
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//tools.cisco.com/RPF/register/register.do
//tools.cisco.com/RPF/register/register.do
//tools.cisco.com/RPF/register/register.do
//www.cisco.com/en/US/docs/voice_ip_comm/cusrst/command/reference/srsa_n_z.html#wp1330286

TNCisco IP Phone, EFER—KM, BLRUPFAVILET OFMEREERTLET,

. show call-manager-fallback dial-peer : CiscoCallManager ® 7 #—=)L/YY VBOZA A4 ¥ E
FOHhZERRLET,

. show ccm-manager fallback-mgcp : Cisco CallManager HY—/SOU AR E, ThSODBED
AT—Z2AB RV THAMZRRLET,

. Cisco SRST®? B&#8 & R 5F:Cisco Survivable Remote Site Telephony(SRST)

B 18 #§

. Cisco SRSTTFL 7 # Z—DERE

. Cisco CallManager# & U¥Cisco IOSHEBAMAEON—KRI v 7

. Cisco CallManager®MGCPS'—h U T 4/ HKR— N DERTE

- MGCP M§&3E - Cisco CallManager LE#L 1= BRI T+ V2T ONY Y K— )L O Hi
. Cisco CallManager®MGCP PRI/YY 97— & L TT1 CASHER— N DERE

- BEECETAHEMYAR—b
CEFEIA_T7FARIAZEAZT—3 2 CBETRERYR—b

. Cisco IP Telephony D RS 7N a—=F1 2T

TOZAhAIL BHR—pbE RFI XD - Cisco Systems
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