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IJobosdle (API) Jdeede Vs Idpdldple. IJgpdle IJeJles op CLEI 99sd w)y9w9ded bblyo
lJubods IJogush (SNMP). sobbwsd eduws Idged. IUsblisS I)ssuvss J9lzod w,pzd
IJobosdle 1Jgluos wldoede Bs Idpdldple (subl)y Idsol lsual wluwe CCAPI) os:
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IJbde zo9d ubs) Idbde JJgwy,) eds ubls) IUbJdo IJouuubs.

9lz06 039> g>p06 Telephony g VoIP (SPl)y—owod 9lzos SPI IJolewwss wubpe POTS (IJoulb,so:
FXS. FXO. e&m Digital: ISDN. QSIG. e&m. 9,0l |Js 3J9) Jub,le IJbJw. | VOIP SPI o 1Uslzoé
lJper36 Julb)le VOIP. w99, )l IJogvgsd IJolowdss/DSP 1Ugs ple [Js SPI IJolowsso
wsupl sgwps SPIUJElLe vouss VoIP gds wy9wsdsdle [dgduwle.

wuS6 9lzoo [Jolews

S9uog 03l ldpglbb Luss Jod luuile Cisco Router Telephony 9Jdsw9s6 wdlgJol pg wg ool
lJoguo.

oo odo IUBlisps 9blisd 9o g )sle pdyule Idpgblo | issuvs:
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lJlouold 9ouwoes puol 9o w9sol.

* 0393 300 IJolowd IUo9os (VTSP)—gpdse Cisco 10S 1Jos w@se bdole pu slzos
wpeed IdJobosyle (API) U'aluogé ldozde Vs IJpdldple souole IUbdole el guwsd
Jeelde Iluvhs 1d,9ps6 (DSP) Iy VPM.

* 1J9ero IJuploso Jeglde IUuose (VPM)— wogds 9220 1516 1Jeslys J DSP o w99dss solo
spdsle huwld Jlgvble sougwsdol wsu zolj 2ldo bLuw!ld luvble [deolds [Jolowdss
(SSM): 9035, p9l,> DSP. 9 VTSP.
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* pelde I Jeie — s89e pelde 1Jzie wlehs wozse IJzip wsw DSPs shhzd luvesgle Idobs,.

* IJus ldpogod — IJus U'OQ}’DJ 09 k{»'é |\J|Qu?|J lJpgldwé. spdu o sY9y o3l loold
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IJe2dd e bueld IWlusble 1,8 es sldeolb,s (POTS Call-

LEG)

Sop ldozdd pu ldluvhle 18 peso sldoulb,se Js:

e ex o sop odds Ulushle IJoulb,ss 9 158086 1dpuluvws Bs 9uoe £30 Ilouold I

&30 IJloold.

.+ 22 2dso buwld lusble E&M 9 FXO 9 FXS Ideuluves gds I po 1deszo sldezsd (CO I

PBX).

« Ledd pu lu DSPs B 9 0¢ Idozese 1U)dps.

sedo luveesle IUle, 1desozs B 030 IUlgumle JJozdd pu IJluvble.

Ibol) 9ple IJoedpe T1/E1 (W8 ps)

show controllers t1 [slot/port]- Iuegse 031 1Jie, I9J1. 909 9 02 ol 131 JIu louold T1 1,608
wsu [Jpszo 9ldezed (CO Iy PBX) py0del 9 Iuudd 90l I3 Jlu sgpd wuvdd wozse: sws lole

03l 1Jlo, Jol sJs:

<#root>

router#

show controllers T1 1/0
T1 1/0 is up.

Applique type is Channelized T1
Cablelength is short 133

No al arns det ect ed.
Framing is ESF, Line Code is B8ZS, O ock Source is Line
Primary.

Data in current interval (6 seconds elapsed):

0 Line Code Violations, 0 Path Code Violations

0 STip Secs, 0 Fr Loss Secs, 0 Line Err Secs,
0 Degraded Mins

0 Errored Secs, 0 Bursty Err Secs, 0 Severely Err Secs,
0 Unavail Secs




lo sowogpd lue ET1Je,00 2ol cedp e1lp). Jeiss pu lpedsplo lze:

o lowoduldd izble by g6 1 Jiads olodlzol b5 T1

show voice port

show voice portslot-number/port— luegs e 03l 1Jle, Jesue 2ldé 1dpeuwds sldeedple 1Jos op
odysuol eds Idpuds Iduoses Jobldle 9lzes IJuoge (VIC) ey Cisco. ped zese 91, Cisco
10S. Jl swpe &)uo IJlesble IJlwe,ljose Ws show running-config. sJJduoel wgyo wluwegsle o3l
1o,

03l up9dz Jdprzle Jpuds Logo E&M:

<#root>

router#

show voi ce port 1/0:1

reckEive and transMit Slot is 1, Sub-unit is 0, Port is 1

Type of VoicePort is E&M
Operation State is DORMANT
Admi ni strative State is UP

No Interface Down Failure

Description is not set

Noise Regeneration is enabled

Non Linear Processing is enabled

Music On Hold Threshold is Set to -38 dBm

In Gainis Set to 0 dB

Qut Attenuation is Set to 0 dB

Echo Cancel l ation is enabl ed

Echo Cancel Coverage is set to 16 ns

Connection Mode is normal
Connection Number 1is not set
Initial Time Out is set to 10 s

Interdigit Time Qut is set to 10 s
Call-Disconnect Time OQut is set to 60 s

Regi on Tone is set for US

Voice card specific Info Follows:
Out Attenuation is Set to 0 dB

Echo Cancellation 1is enabled

Echo Cancel Coverage is set to 16 ms

Connection Mdde is normal (could be trunk or plar)

Connection Number 1is not set
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Initial Time Out is set to 10 s
Interdigit Time Out is set to 10 s
Call-Disconnect Time Out is set to 60 s
Region Tone is set for US

Voice card specific Info Follows:

Signal Type is w nk-start
Qperation Type is 2-wire
E&M Type is 1

Di al Type is dtnf

In Seizure is inactive
Qut Seizure is inactive

Digit Duration Timing is set to 100 ms

InterDigit Duration Timing is set to 100 ms

Pulse Rate Timing is set to 10 pulses/second
InterDigit Pulse Duration Timing is set to 500 ms
Clear Wait Duration Timing is set to 400 ms

Wink Wait Duration Timing is set to 200 ms

Wink Duration Timing is set to 200 ms

Delay Start Timing is set to 300 ms

Delay Duration Timing is set to 2000 ms

Dial Pulse Min. Delay is set to 140 ms

debug vpm (926 pgeldz o)
Swp luvogsle odo IJlsle, Jousese igble slzos VPM IJolo b sé:

« debug vpm signal — s pe luvogsle 03l 1Jle) Jzpe pedsple ouozse IJigble Jigsle
IJluvble sspdu lo sY9u pdssl Jed IJpuildd Idpeed$o wldluvlle |Js PBX.

« debug vpm spi — sooug 03l 1Jle) Jsdsé glzole 9lzod 098, 306 1J9z36 IJuplosé
JJpunds lJueses (SPI) pg 9lzod wypzs IJobosdle (APl) Jduwzdp Bs Idpdldple.
S&ue IJlp)y debug o3l pedgple 29d Jsdss peldzs JJ luvlys gvods sbde wbousy.

« debug vpm dsp — s&,02 03l 1Jle, 1yuwlisd po DSP gJs VPM |Js 1Jp9z0 95pJ0 10
S0 pdssl 3l Juo wuvd B o VPM JI sgpd. lwol bysds wuwsbs JJozdd pu
loveelos 9256 31,6 VPM Jesisle Es) uorses 9odsse [Usde Jbuwld Huwlisd
IJlsble po 1Uslzos.

« debug vpm all — 598, Io, EXEC o3l zps¢ I9l0, debug vpm: debug vpm spi. 9 debug vpm

signal. 9debug vpm dsp.

« debug vpm port — Iwegse 03l 1die, Jopsss gz ousese IJigble gJs pulds pesu. £Js

wwosd Ipold. seue 03l IUIg)lz suwlisd ouoese IJizble vom JJeuwds 1/0/0 B Gl

debug vpm dsp

debug vpm port 1/0/0



Sample Output forDebug vpm SignalCommand

<#root>
maui-voip-austin#

debug vpm signa

!--- FXS port 1/0/0 goes from the "on-hook" to "off-hook" !--- state.

htsp_process_event: [1/0/0, 1.2 , 36]
f xsl s_onhook_of f hook htsp_setup_ind

*Mar 10 16:08:55.958: htsp_process_event:
[1/0/0, 1.3 , 8]

!--- Sends ringing alert to the called phone.

*Mar 10 16:09:02.410: htsp_process_event:
[1/0/0, 1.3 , 10] htsp_alert_notify

*Mar 10 16:09:03.378: htsp_process_event:
[1/0/0, 1.3 , 11]

!--- End of phone call, port goes "on-hook".

*Mar 10 16:09:11.966: htsp_process_event:
[1/0/0, 1.3 , 6]
*Mar 10 16:09:17.218: htsp_process_event:
[1/0/0, 1.3 , 28]

f xsl s_of f hook_onhook

*Mar 10 16:09:17.370: htsp_process_event:
[1/0/0, 1.3 , 41] fxsls_offhook_timer
*Mar 10 16:09:17.382: htsp_process_event:
[1/0/0, 1.2 , 7]

f xsl s_onhook_rel ease

BBl e sep buwld Ulusble ouvdd wozse IJs suoe IUlouold 9ls Bl Idleuold Bozdé pu
oo IJeguluo):

* Lell pu wogd Iddodlu.
* 339 lu gds 2> wwdle Ipwele w238 9ldezsd (CO Iy PBX) ,due wuvdd Lorse.

c edd pu o Il bybs IUlouold Joel wdssole huwld lubble pdldiss. $> copwow
IJodssule sy Idpoblogs bOs huwld luvblo g5y Jleds lg lzbse Idlegloe.

Jeiss pu ldpedsele 29J luwed il igble E&M gl odlzol. Lzg [Js Wop Ivale alzole E & M
ool ss acsosole Iiow I ol wed uld i3 blisol ol o Jlzol.
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Sample Output forDebug vpm spiCommand

<#root>
maui-voip-austin#

debug vpm spi

Voice Port Module Session debugging is enabled

!--- The DSP is put into digit collection mode.

*Mar 10 16:48:55.710:

dsp_digit_col |l ect_on:
[1/0/0]

packet_len=20 channel_id=128

packet_id=35 min_inter_delay=290
max_inter_delay=3200 mim_make_time=18 max_make
_time=75 min_brake_time=18 max_brake_time=75

IJoedd pu ldbdle IJos op oddsel 9lhuwldel (POTS Call-
Leg)

e IJeedd pu wores buwld Ilusble slgd 1dzols s¢hze wuvdd Lozse: w2dd pu ©JdS
IJLdle 1duozszs 19 busldel eds 1dewds Iduoses (Ides Is Idoulb,s). Jl seblud ubs)
IbJo s Jl sepdo IJeesd (CO Ig PBX) pu sub Ipebs IJuozses 13l op Luwld Ldle és)
Jlpds I9 g5 Lorses 19 wddsol. weuo IJisle) IJes spdu luwegslel JJozdd eu 1dLSle
lJos op odysol/huuldol os:

» show dialplan number — se e lguegsle 03l 1l Jlbol, lbs, IJbdu 1Jss sop lJ9,09J
lJso gus bdo Lde oo pesu.

« debug vtsp session — g0 03l 1Jlp) ped9ple 29d Jsdsé peldes JJ luvlys Guvwds
sbde cbousd 9p90ile huwld IJlgvblo 9)uwlisd Idoedpe s DSP.

» debug vtsp dsp — IJl_o>sl, IJiL§>,o eu lJluosly 12.3 pu wyulpee Cisco IOS Software: sg, 2
03l 1Jio, 1J168le Jol sop luvoduldel usluulbs puds IJuosw. 968 3JI: B Idluosl, 12.3
o0 wyulez Cisco 10S Software glJ] osble |4ia>¢‘ Je se> 18lz 11, debug sg, 0 |4iJL§|P.
SpIdu luwedsle pzeses wlluosd wuozse lgble HPI gdebug hpinoization Jg o [JLGle
1Jsl)56.

+ debug vtsp all — s99, 03l IJipJ wupdsy 0o IJingJ debug voice telephony service
provider (VTSP): debug vtsp session. debug vtsp error . 9 debug vtsp dsp.



show dialplan number <digit_string>— sg,_2 03l I.Ji,oJ ubs) ldbdy IU3s oblog ouvdundd pu
lJLWle. 131 Iy spdu pblo@é 1Ugsss pu lush IUbdoc swp £)02 gpse 030 lJlzoss wldeyosy
lJ3s wpw pblogwol wo.

pdlebs: ceole 1Us luwegsle edlps # Bs volss Lsle [Jolewd 1Jgluos Lidgle b
395 Idbed IJpwgs) Jdpblo9s eds luplb 1Jgzoes IJos wouwos o T.

sw39 [lz 031 1Jipy Jpl sdis:

<#root>
maui-voip-austin#
show di al pl an nunber 5000

Dial string terminator: #
Macro Exp.: 5000

VoiceOverIpPeer?2




information type = voice,
tag = 2, destination-pattern = 5000

answer-address = ', preference=0,
group = 2,

Admi n state is up, Operation
state is up

incoming called-number = "',
connections/maximum = 0/unlimited,
application associated:

type = voip, session-target =
“ipv4: 192.168. 10. 2'

technology prefix:

i p precedence = 5

, UDP checksum =
disabled, session-protocol = cisco,
reg-qos = best-effort,
acc-qos = best-effort,
dtmf-relay = cisco-rtp,

fax-rate = voice

payl oad size = 20 bytes
codec = g729r8,

payl oad size = 20 bytes

Expect factor = 10, Icpif = 30,
signaling-type = cas,

VAD = enabl ed

, Poor QOV Trap = disabled,
Connect Time = 25630, Charged Units = 0,
Successful Calls = 25, Failed Calls = 0,
Accepted Calls = 25, Refused Calls = 0,
Last Disconnect Cause is "10 ",
Last Disconnect Text is "normal call
clearing.",
Last Setup Time = 84427934.

Mat ched: 5000 Digits: 4
Target: ipv4:192.168.10.2

debug vtsp zJwé

seuo IUle) debug visp session peJsple 29J Jsdss widled IJpozo pe DSP lgweobl lJs
luvble pdsw IUlushle sldbdole pu ldobosy. sgyue [Jlp) debug ol pedyple 29d Jsos6
peldes IJ lubhs Jbods sbde cbwsds 9psuinle buwld Ilusble: 9,umlsd IJoedp b DSP.



<#root>
maui-voip-austin#

debug vtsp session

Voice telephony call control session debugging is on

!-—- Qutput is suppressed.

!I-—- ACTION: Caller picked up handset.

!--- The DSP 1is allocated, jitter buffers, VAD
!I--- thresholds, and signal levels are set.

*Mar 10 18:14:22.865:

dsp_set _pl ayout

[1/0/0 (69)]
packet_len=18 channel_id=1 packet_id=76 mode=1

initial =60 m n=4 nmax=200 fax_nom=300
*Mar 10 18:14:22.865:

dsp_echo_cancel | er_contro

[1/0/0 (69)] packet_1en=10 channel_id=1 packet_id=66
flags=0x0
*Mar 10 18:14:22.865:

dsp_set _gai ns

[1/0/0 (69)]
packet_len=12 channel_id=1 packet_id=91

i n_gai n=0 out _gai n=65506
*Mar 10 18:14:22.865:

dsp_vad_enabl e

[1/0/0 (69)]
packet_len=10 channel_id=1 packet_id=78

t hr esh=- 38

act_setup_ind_ack
*Mar 10 18:14:22.869:

dsp_voi ce_node

[1/0/0 (69)]
packet_len=24 channel_id=1 packet_id=73 coding_type=1
voice_field_size=80

VAD_fl ag=0 echo_| engt h=64 confort_noi se=1

inband_detect=1

digit_relay=2




AGC_fTag=0act_setup_ind_ack(): dsp_dtmf_mod
e()act_setup_ind_ack: passthru_mode = 0,
no_auto_switchover = 0dsp_dtmf_mode
(VTSP_TONE_DTMF_MODE)

!I-—- The DSP 1is put into "voice mode" and dial-tone 1is
!--- generated.

*Mar 10 18:14:22.873:

dsp_cp_tone_on

: [1/0/0 (69)]
packet_1en=30 channel_id=1 packet_id=72 tone_id=4
n

freq=2 freqg_of _first=350 freq_of _second=440

amp_of_first=

4000 amp_of_second=4000 direction=1 on_time_first=65535
off_time_first=0 on_time

_second=65535 off_time_second=0

B 2lds ceass g3 buwld Idbdle s luwedleel wuvdd Lorse: Spu IUpeopd b sdsu pu
IJuo90 luweesle b1 ool 1Jzi99 10,886 19 peow, T1 Jdezdd e bueld IULGle B
IJSlood IUse0s IJuorse Jdwsss sldesdse. bl op husldel "oy dd sy uorse” Jdersd (CO
ls PBX). B$> czole wewr IJEse eds 1desze 19 1Upzsd (CO Iy PBX) |Js IJegssd zos
&9l @ 95pJ0 o wgpd pel. 98136 ol Ly 030 1Jp6 1o Lble 98sp 1Upsé wsu IULGE .
gou) 18 Jbzuo ol Bl Jloe 1dLdle wboj luel we buwldel wuvdd LozsT 08 Is 2219J wzed
Lale W 1dpzod (CO s PBX) IJos spduol |uolds [hale 19 ldeol.

12286 o0 bowld lubble wysesdsd VoIP I sleJs (Iouold
VolIP)

w2 1Joedd eu gpd buwld lusble pods 1duoge wuvdd Lorse Sluwadle IJLSle Iduorses:
Ip wIJudd IJs luwedilo Rble Idoedpe Bs pdldple VOIP 9luodlzol soozse IJIgble.
9oy 030 IJegled Jpbdl spdu lo suowe wuoese lble IUozdpe WS IUpdldple pops pg@6:

© owoedp wlule Cisco VolIP |uul)le H.323 Jldeld IJpdldple. sodsy H.323 oo Ul
bodle po lJowly o yui:io lJedldple soowso Idpdldple: H.225. H.245. 9 H.323.
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<f#froot>

I--- Action: A VoIP call is originated through the
!--- Telephony SPI (pots leg) to extension 5000.
!--- Some output is omitted.

maui-voip-austin#
debug voi p ccapi inout

voip ccAPI function enter/exit debugging is on

I--- Call Teg identification, source peer: Call
!I--- originated from dial-peer 1 pots
I--- (extension 4000).

*Mar 15 22:07:11.959: cc_api_call_setup_ind
(vdbPtr=0x81B09EFC,

cal l I nfo={cal | ed=
cal 1i ng=4000, fdest=0 peer_tag=1

}, callID=0x81B628F0)

!--- CCAPI invokes the session application.

*Mar 15 22:07:11.963: cc_process_call _setup_ind
(event =0x81B67E44) handed call to app " SESSI ON'

*Mar 15 22:07:11.963: sess_appl:
ev(23=CC_EV_CALL_SETUP_IND), cid(88), disp(0)

!I--- Allocate call leg identifiers "callid = 0x59"

*Mar 15 22:07:11.963: ccCallSetContext
(

cal | | D=0x58

, context=0x81BAF154)
*Mar 15 22:07:11.963: ccCallSetupAck

(

cal | | D=0x58

)

!I--- Instruct VTSP to generate dialtone




*Mar 15 22:07:11.963: ccCenerateTone
(cal I I D=0x58

tone=8)

I--- VTSP passes digits to CCAPI.

*Mar 15 22:07:20.275:cc_api_call_digit_begin

(vdbPtr=0x81B09EFC, cal1ID=0x58,digit=5, flags=0x1l, timestamp=0xC2E63BB7, expiration=0x0)
*Mar 15 22:07:20.279: sess_appl:

ev(10=CC_EV_CALL_DIGIT_BEGIN), cid(88), disp(0)

*Mar 15 22:07:20.279: ssaTraceSct:

cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDest(0)

*Mar 15 22:07:20.279: ssalgnore cid(88),

st(0),o0ldst(0), ev(10)

*Mar 15 22:07:20.327: cc_api_call _digit
(vdbPt r =0x81B09EFC, cal || D=0x58, digit=5

, duration=100)

*Mar 15 22:07:20.327: sess_appl:
ev(9=CC_EV_CALL_DIGIT), cid(88), disp(0)

*Mar 15 22:07:20.327: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDes
t(0)

*Mar 15 22:07:21.975:cc_api_call_digit_begin
(vdbPtr=0x81B09EFC,cal1ID=0x58,digit=0,
flags=0x1, timestamp=0xC2E63BB7, expiration=0x0)
*Mar 15 22:07:21.979: sess_appl:
ev(10=CC_EV_CALL_DIGIT_BEGIN), cid(88), disp(0)
*Mar 15 22:07:21.979: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDes
t(0)

*Mar 15 22:07:21.979: ssalgnore cid(88),
st(0),o0ldst(0), ev(10)

*Mar 15 22:07:22.075: cc_api_call _digit
(vdbPt r =0x81B09EFC, cal | | D=0x58, digit=0

, duration=150)

*Mar 15 22:07:22.079: sess_appl:
ev(9=CC_EV_CALL_DIGIT), cid(88), disp(0)

*Mar 15 22:07:22.079: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDest(0)
*Mar 15 22:07:23.235: cc_api_call_digit_begin
(vdbPtr=0x81B09EFC, call1ID=0x58, dgit=0,
flags=0x1, timestamp=0xC2E63BB7, expiration=0x0)
*Mar 15 22:07:23.239: sess_appl:
ev(10=CC_EV_CALL_DIGIT_BEGIN), cid(88), disp(0)
*Mar 15 22:07:23.239: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDest(0)
*Mar 15 22:07:23.239: ssalgnore cid(88),
st(0),o0ldst(0), ev(10)

*Mar 15 22:07:23.335: cc_api_call _digit
(vdbPt r =0x81B09EFC, cal | | D=0x58, digit=0

, duration=150)

*Mar 15 22:07:23.339: sess_appl:
ev(9=CC_EV_CALL_DIGIT), cid(88), disp(0)
*Mar 15 22:07:23.339: ssaTraceSct:




cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDes
t(0)

*Mar 15 22:07:25.147: cc_api_call_digit_begin
(vdbPtr=0x81B09EFC, callID=0x58, d

igit=0, flags=0x1, timestamp=0xC2E63BB7,
expiration=0x0)

*Mar 15 22:07:25.147: sess_appl:
ev(10=CC_EV_CALL_DIGIT_BEGIN), cid(88), disp(0)
*Mar 15 22:07:25.147: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDest(0)
*Mar 15 22:07:25.147: ssalgnore cid(88),
st(0),o0ldst(0), ev(10)

*Mar 15 22:07:25.255: cc_api_call _digit
(vdbPt r =0x81B09EFC, cal | | D=0x58, digit=0

, duration=160)

*Mar 15 22:07:25.259: sess_appl:
ev(9=CC_EV_CALL_DIGIT), cid(88), disp(0)

*Mar 15 22:07:25.259: ssaTraceSct:
cid(88)st(0)oldst(0)cfid(-1)csize(0)in(1l)fDest(0)

!--- Matched dial-peer 2 voip. Destination number !--- 5000

*Mar 15 22:07:25.259: ssaSetupPeer cid(88)
peer list:tag(2) called nunber(5000)

*Mar 15 22:07:25.259: ssaSetupPeer cid(88),
dest Pat (5000)

, matched(4), prefix(Q),
peer(81C04A10)

!I--- Continue to call an interface and start the !--- next call leg.

*Mar 15 22:07:25.259: ccCal | Proceedi ng
(cal I 1 D=0x58

, prog_ind=0x0)

*Mar 15 22:07:25.259: ccCall Set upRequest
(I'nbound call = 0x58, outbound peer =2,
dest =, paranms=0x81BAF168 node=0

*cal | | D=0x81B6DE58)

*Mar 15 22:07:25.259: callingNunmber=4000,
cal | edNunmber =5000

, redirectNumber=

I-—-- VoIP call setup.

*Mar 15 22:07:25.263: ccl FCal | Set upRequest :

(vdbPtr=0x81A75558, dest=,




cal | Parans={cal | ed=5000, calling=4000
f dest =0, voi ce_peer_t ag=2}

, mode=0x0)

*Mar 15 22:07: 25.263: ccCal | Set Cont ext
(cal I I D=0x59

, context=0x81BAF3E4)
*Mar 15 22:07:25.375: ccCallAlert
(cal1ID=0x58, prog_ind=0x8, sig_ind=0x1)

I--- POTS and VoIP call legs are tied together.

*Mar 15 22:07:25.375: ccConferenceCreate
(conf | D=0x81B6DEAO, cal || D1=0x58, call
D2=0x59, tag=0x0)

*Mar 15 22:07:25.375: cc_api_bridge_done

(confID=0x1E, srcIF=0x81B0O9EFC,
srcCal |
| D=0x58, dstCall | D=0x59

, disposition=0,
tag=0x0)

!--- Exchange capability bitmasks with remote
!I--- the VoIP gateway
I--- (Codec, VAD, VoIP or FAX, FAX-rate, and so forth).

*Mar 15 22:07:26.127: cc_api_caps_ind
(dstVdbPtr=0x81B09EFC,

dst Cal | | d=0x58, src

Cal | I d=0x59, caps={codec=0x4, fax_rate=0x2
vad=0x2, mpdem0x1 codec_byt es=20

si gnal _type=0})

!--- Both gateways agree on capabilities.

*Mar 15 22:07:26.127: cc_api_caps_ack
(dstVdbPtr=0x81B09EFC,
dst Cal | | d=0x58, src

Cal I I d=0x59, caps={codec=0x4, fax_rate=0x2
vad=0x2, modem=0x1 codec_byt es=20
signal _type=0})

*Mar 15 22:07:26.139: cc_api_caps_ack




(dstVdbPtr=0x81A75558,

dst Cal | | d=0x59

, src

Cal I 1 d=0x58, caps={codec=0x4, fax_rate=0x2
vad=0x2, modem=Ox1 codec_byt es=20
signal _type=0})

*Mar 15 22:07:35.259: cc_api_call_digit
(vdbPtr=0x81B09EFC, callID=0x58, digit=T
, duration=0)

*Mar 15 22:07:35.259: sess_appl:
ev(9=CC_EV_CALL_DIGIT), cid(88), disp(0)
*Mar 15 22:07:35.259: ssaTraceSct:
cid(88)st(4)oldst(3)cfid(30)csize(0)in(l)
fDest(0)-cid2(89)st2(4)oldst2(1)

*Mar 15 22:07:35.399: cc_api_call _connected

(vdbPtr=0x81A75558, callID=0x59)

*Mar 15 22:07:35.399: sess_appl:
ev(8=CC_EV_CALL_CONNECTED), cid(89), disp(0)
*Mar 15 22:07:35.399: ssaTraceSct:
cid(89)st(4)oldst(1)cfid(30)csize(0)in(0)
fDest(0)-cid2(88)st2(4)oldst2(4)

I--- VoIP call is connected.

*Mar 15 22:07:35.399: ccCal | Connect

(cal1ID=0x58)

I--- VoIP call is disconnected. Cause = 0x10

*Mar 15 23:29:39.530: ccCall D sconnect
(cal | | D=0x5B, cause=0x10 t ag=0x0)

I3l Buid IUleuald 9ol Iuwoo B z2ie VOIP oo lesls IJpdldpes: &5 coolz IUs 1ok, B z2je
H.225 Iy H.245 TCP oy, g3l IJpdldpé. wsdl oo 2ie UDP B ébs oo lesls H.323. 1Jisle, IJes

SpJdu luwoeslpol Jouoese lgble lesh [guwsgle H.225 19 H.245 os:

- debug ip tcp z,Js 9debug ip tep packet— wdz o 030 IJisle, zje TCP oy wbly o H.225 9

H.245. |uop $ize90 £0lose IP: 9p0lds TCP. selle Jooldle TCP.

« debug cch323 h225 — sz o o)l I.Jiro) e H.225 oy wly o 1Jpdldps 9sowg luwdld
IJzlds Jzolj gldse H.225 | we ol |Us IJzre 1U3s wpw peldzwe. WY, WOs o3l gds [P

IJzse IJisd pu lesls pdldple H.323 oy IJigsle IJeJles.



debug cch323 h245 — sz o 03l IJie, z5e H.245 o0 wBlo o I edldps ssoug loodld
IJelJs Jzolj elds H.245 | weobl |Js Il IJes weo peldeeol. BY) B o3l gds luo
IJese 1delos pu leshs pdldple H.323 oy IJigsle IJoJles.

Wope pUvdJle 2936 300 (QOS) ,909Y9J VoIP

cwpl swp lugile defIQ VoIP v ubvdd Lozse: u.?!o lJ¢glb9d ItJo|J§6 os lJoz 88 pu 29396
!Juogo. eds Iygp pulu 03l ldpuwows Jl syved luve il IRble 2936 1UE> 006 9luodlzol: |JI
luo sew pulgls odo IJLuuble Jogdsy 2926 Lo9w 286!

o8V eds zee IJubly 1Je)ss 1Uss suveoddo pdldes VOIP pg JJ wyulez wyps).
98w pyw 3JY 99w wy9e9d9d I.JlouUU (IP)/UDP/RTP eu ldbo 96 2. Jp)5) oU
IJpedsele: bhze ls wea - 5

o)W gds guolisuo yvwds IP Idos wuddol Idpdldple. eds uvosd Idpeld: sgoded
IJobld IJe)ss Juvods oozsd IJIblle Ws CIR Jos,l go 3J9 ledlo-CIR (ig lussle).
2SS Spdu luwdlb IUzse 19 suog0l B Blises IJloc bl Bs puzles cozsd Ilbble.
Pplo IJeede Bs 1delés) sldoguse slddusle edsenl $3) IUlpdlo. sew 1l soelss
olés) IdLusld lzhbs Idlezlo 150 pdds oluss (988l Josuoss G.114).

lpwogse wdussd §olise IJluebl) 1IJos ouvepe woers erds o9 wslule VoIP soesss
ing@IooI.

el ©89p whuwld VOIP g0, IdLoulble popdos IJuw,gé luvese wdusle wgiiss
2506 1Jb o6 2. pod MLPPP pg weiiss Idoulb gldwslgd (LF) eds hoolble po wdlbs
lJs uldbs. l9g FRF.12 e Js Loulble ojesd IJlblle. suvpe wzisé 2ip lduslole 11,
eeel vodded IJegussui slJele) s buwld 2598 e9) VOIP Jlve spdo wduwse eie
VolP |Js Idhoolb.

2lod luwedsle wovlez wopss peod oelad lole IJpdldes g wpdsu VAD sogbsol
Jlpdloss wuossd 1Jluosly 1Js DSP. wodl e v ds 1P,

r_,luuo@lp L,:_)gogdghj VoIP. s p luwdlb IUlgssle 1d)ssuuss IJos Sew U.._Ja&nggol guwd
quodua;ulgé 12bole 2956 1UE> 06 9luodlzol 9lJz)pe lJpelbbds JJuvedd Ios Spdu lu cogwew
Vs IJolgs) sldouibye.

wgu Ut

epdslo vl 1Jglzos
gpdsle luwdlb 1dpgio 1dpdSo
Lele 1Jglzod

bozle Isuedle

Sdjp Voo JJ glaoé Os puvl pﬁ-_‘“Jro('S VoIP. Jpl spdud IJogduo pu gldle IUuwdsb
SlJbzle- ssdip lsupl edup IJclts) B IUsely 3lJg9rs &) Ilpdlu. lovble Iloueld vy
ullb volsé wy9u9d9d VoIP welos [l [ds wlg) seds 1dselo 9ldg9sé 1Uglueé ool pl.


https://www.cisco.com/c/en/us/support/docs/voice/voice-quality/7934-bwidth-consume.html

sew Il seels) olés) 1Usole 91Jg956 300 psdds closse Jddelledo 3dd. bl dio Jlos pu I
soelys Joles) 00 lJdses sdie wid 209> Juoelu o sdau osl Ieles) skspl 959 Jesp
lole wubssub 9 wlées) pogs).

Jol szu lple IJoz 8l pu lduoed L!uzzlnlg;, ig, OUOE U@é 99lise luwbbl, Cisco 10S ¢ VoIP »lgd
9lsse IJluobl) ldpolgwed. spdu lo ouwles Igle, Cisco 10S. pod show queue interface [9 show
priority s IJoz 88 pu B9lise IUlowbl).

oWlLosd 199l IJgwow 98se wuoese IJIgble J VolIP
lowegspe 030 lJzslod s @)les wuopse Iigble slJdsp IJeoubs Lopo wuoese IJidble.

lvolo Bbe louold IJleuold o Q.931 (CAUSE_CODE o0 wuwesd 1Ug )9z pu
Debug voip ccapi)

ISpd o lugble IUlouold (Glduble Iduwslyus o slsde (e bins)

IJebss)
cc_cause_uanum = 0x1 DOp £y pESU- (1)
CC_CAUSE_NO_ROUTE = 0x3 JI 92> puwb 1Js 1J9zoé. (3)
cc_cause_norm = 0x10 peuwe Ebs Jdpdldple. (16)
cc_cause_busy = 0x11 lJpuwegsp pungsd. (17)
cc_cause_nors = 0x12 JIwogs luwezlesd pu ldpuwedse. (18)
cc_cause_noan = 0x13 JIw9gs lelwd pu ldpuwegse. (19)
cc_cause_reject = 0x15 wp 9o [dpdldes. (21)
cc_CAUSE_INVALID_NUMBER = 0x1C bIp £ woldz. (28)
cc_CAUSE_UNSP = Ox1F ebs sy pe. (31)
cc_cause_no_circuit = 0x22 JI 9> >lis,)6. (34)
Cc_CAUSE_NO_REQ_CIRCUIT = 0x2C JI w9gs slis)y6 plodes. (44)
CC_CAUSE_NO_RESOURCE = 0x2F Jl s92> p9)>. (47)1
cc_ CAUSE_NOSV = 0x3F 'j;’) f_"*(";g)uwb £ poscdilo b

T spdu ioﬁo@o 030 IpuindJ6 wuwon g0 Sblud wivlez IJesess wopw el H323. JsJd
Blo gb9s Iuwad il IJigble gl odlzol IJIsds os wyps) IUbdy - ubs, VoIP ¢)ps)l olucl
Jlgwedsle woolee IJespes) Iduoese-

ISp vl o wyulez Ide,ess (pu wuppsy Debug voip ceapi)

Jeiss pu ldeedsele 29d wolee IJespsic bee [Js Lop o)l
MOS sl Joly_o.

Bspé lJovdly o lJpegus



https://www.cisco.com/c/en/us/support/docs/voice/h323/14069-codec-complexity.html
https://www.cisco.com/c/en/us/support/docs/voice/h323/14069-codec-complexity.html
https://www.cisco.com/c/en/us/support/docs/voice/h323/14069-codec-complexity.html

codec=0x000001

9236 IJepd e G711 ULAW o uyeé 64 JsJs PCM

codec=0x000002

9236 IJezde G711 ALAW L6 64 JsJ9 PCM

codec=0x000004 |G729

codec=0x000004 | G729IETF

codec=0x000008 ||G729a

codec=0x000010 |(|G726r16

codec=0x000020 |G726r24

codec=0x000040 |G726r32

codec=0x0000080 (G728

codec=0x0000100 (|G723r63

codec=0x0000200 ||G723r53

codec=0x0000400 |g_wus,

codec=0x0000800 ||G729b

codec=0x00001000|G729ab

codec=0x0002000 (G723ar63

codec=0x0004000 (G723ar53

codec=0x0008000 ||clear_channel

loole IJuE pb
losle 1Jugpd lJpgws
CC_TONE_RINGback 0x1 UEPO HUSU
cc_TONE_FAX 0x2 UEpo IJIIY
CC_TONE_BUSY 0x4 UEPS pUUEYJ
cc_tone_dialtone 0x8 uEpd IUbdy

CC_TONE_OOS 0x10

UEpd ¢z IJgrps

cc_tone_addr_ack 0x20

bosu lg,b 1Jgwslo

cc_tone_disconnect 0x40

Sbe 1J>,z6 IJJ9yusé

cc_TONE_OFF_HOOK_NOTICE
0x80

IJugpd Idos oyvs) IUs I ldolewd oY pu ¢l

cc_TONE_OFF_HOOK_ALERT
0x100

luosly 1, 1zlel pu cc_tone_off_hook_notice

cc_tone_custom 0x200

5,26 1JJ9u ldpeuoued - sup luwweslpol g0 weass o286

IJJou IJpe o096

CC_TONE_NULL 0x0

UEPd VILHES

BSp pesd IJBIIw 995,le 1dizoj6 IUId e, loss (VAD)

SRXY.

lJegus




CC_CAP_FAX_NONE 0x1 |loglbsd IJBId w Iy Es) pe9d,
CC_CAP_FAX_VOICE 0x2|| ol o6 L0956

cc_cap_fax_144 0x4 14,400 9>
cc_cap_fax_96 0x8 9,600 9>
cc_cap_fax_72 0x10 7,200 9>
cc_cap_fax_48 0x20 4,800 9>
cc_cap_fax_24 0x40 2,400 9>

CC_CAP_VAD_OFF 0x1 |wpe websd VAD
CC_CAP_VAD_ON 0x2 vad enabled

roE_J_9rc»|CJ Slo uodé

o lowedold Ible T1 9o Jlzol

o lowed ol igble Lzl Lo s ol o lzol

o lowod ol Igble 306 IP | Jolodsé o Cisco gl o Jlzol
l>g o I )OS aldogisdle oy Cisco



https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/10206-T1-layer1.html?referring_site=bodynav
https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/10206-T1-layer1.html?referring_site=bodynav
https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/10205-t1-flchrt-main.html#topic1?referring_site=bodynav
https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/10205-t1-flchrt-main.html#topic1?referring_site=bodynav
https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/10205-t1-flchrt-main.html#topic1?referring_site=bodynav
https://www.cisco.com/c/en/us/support/docs/wan/t1-e1-t3-e3/14149-chapter15.html?referring_site=bodynav
https://www.amazon.com/exec/obidos/tg/detail/-/1587050757/002-9901024-1684829?referring_site=bodynav
https://www.amazon.com/exec/obidos/tg/detail/-/1587050757/002-9901024-1684829?referring_site=bodynav
https://www.amazon.com/exec/obidos/tg/detail/-/1587050757/002-9901024-1684829?referring_site=bodynav
https://www.amazon.com/exec/obidos/tg/detail/-/1587050757/002-9901024-1684829?referring_site=bodynav
https://www.amazon.com/exec/obidos/tg/detail/-/1587050757/002-9901024-1684829?referring_site=bodynav
https://www.cisco.com/c/en/us/support/index.html?referring_site=bodynav
https://www.cisco.com/c/en/us/support/index.html?referring_site=bodynav

agy 030 IJUjapd )

Ujapw Cisco o3l Idpuu s wlgwdaslp papged pu ldU@us!o 1dIds?
olUwUbyss JU@sse pawals sep JUpuwwaspisy Wis apse lual- 1deldp
wUgWop IJalyes. sjats pdlabe Iy Twusd Ojaps Tdss Ju CWgy s@sw@s Jel
og ldald pe ldYjapd Idlauyl@ss 1O (s s@pol pUjap pawyd. ads Cisco
Systems puu(sgdsol g 988 030 IJUjapld gl widiage SlGel lds
ldewvoys Idlvadsis IJlueds (Idylub pogus)).



